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2017 December New Cisco 300-075 Exam Dumps with PDF and V CE Free Updated Today! Following are some new 300-075
Exam Questions:1.]2017 New 300-075 Exam Dumps (PDF & VCE) 391Q&As Download:
https.//www.braindump2go.com/300-075.html2.]2017 New 300-075 Exam Questions & Answers Download:
https://drive.google.com/drive/folders/0B75b5xY Lj SSNOX RpM 1hydUpDU3M ?usp=sharingQUESTION 176Y ou are the Cisco
Unified Communications Manager in Certpaper.com. Y ou use a remote site MGCP gateway to provide redundancy when
connectivity to the central Cisco Unified Communications Manager cluster islost. How to enable I P phones to establish calls to the
PSTN when they have registered with the gateway? (Choose three.)A. POTS dial peers must be added to the gateway to route calls
from the IP phonesto the PSTN.B. The default service must be enabled globally.C.  The command ccm-manager mgep-fallback
must be configured.D. COR needs to be configured to disallow outbound calls.Answer: ABCQUESTION 177Which two
configurations provide the best SIP trunk redundancy with Cisco Unified Communications Manager? (Choose two.)A. Configure
al SIPtrunkswith DNS SRVB. Configure all SIP trunks with Cisco Unified Border ElementC.  Configure all SIP trunks to point
toaSIP gatewayD. Configure SIP trunksto be members of route groups and route listse.  Configure al SIP trunksto allow TCP
ports 5060F. Configure all SIP trunks to point to a gatekeeper through SIP to H.323 gatewayAnswer: ADExplanation:For SIP
trunks, Cisco Unified Communications Manager supports up to 16 | P addresses for each DNS SRV and up to 10 IP addresses for
each DNS host name. The order of the IP addresses depends on the DNS response and may be identical in each DNS query. The
OPTIONS request may go to a different set of remote destinations each time if a DNS SRV record (configured on the SIP trunk)
resolves to more than 16 1P addresses, or if a host name (configured on the SIP trunk) resolves to more than 10 | P addresses. Thus,
the status of a SIP trunk may change because of a change in the way a DNS query gets resolved, not because of any change in the
status of any of the remote destinations. QUESTION 178When you configure Cisco Unified Communications Manager, you need to
configure the router for Survivable Remote Site Telephony in case the Cisco Unified Communications Manger stops working. On
which two factors would the number of 1P phones and Directory Numbers that can register to the SRST router depend? (Choose
two.)A. The protocol that is used in Cisco Unified Communications ManagerB. Cisco Unified Communications Manager version
C. Cisco|OS SoftwareversionD.  WAN link bandwidthE.  capacity of the Cisco Media Convergence ServerF.  router
platformAnswer: CFQUESTION 179Which remote-site redundancy technology fails over to POTS dial peers from the Cisco
Unified Communications Manager dial plan during aWAN faillure?A. MGCP fallbackB. H.323 falbackC. SCCP fallbackD.

SIP falbackAnswer: AQUESTION 180How does the system intelligently shift call processing upon restoration of WAN
connectivity?A. automatically back to the primary Cisco Unified Communications Manager clusterB. manually back to the
primary Cisco Unified Communications Manager clusterC. automatically back to the secondary Cisco Unified Communications
Manager clusterD. manually back to the secondary Cisco Unified Communications Manager clusterAnswer: AQUESTION 181
Which option configures call preservation for H.323-based SRST mode?A. voice service voip h323 call preserveB. call
preservation not possible with H.323C. call-manager-fallback preserve-callD. dial-peer voice 1 voip call preserveAnswer:
AQUESTION 182Which configuration command disables the secondary dial tone on the branch office I SR for users calling from
the PSTN into the branch office during a WAN failure?A. direct-inward-dialB. voice trandation-ruleC. incoming
caled-numberD. applicationAnswer: AQUESTION 183A Cisco Unified Communications Manager cluster isinstalled in
headquarters only.How can international calls be blocked while national calls are allowed for branch office Cisco IP Phones during a
WAN failure?A. Configure CSS and partitions in Cisco Unified Communications Manager and apply the CSS and partitions to the
SRST ISR.B. Configure CSS and partitionsin the SRST ISR.C. Configure COR in the SRST ISR.D. Configure voice
trandations in the SRST ISR.Answer: CQUESTION 184Which command can be used to manually send the MGCP gateway to
register with the secondary Cisco Unified Communications Manager server?A. ccm-manager switchover-to-backupB. mgcp use
backupC. ccm-manager register backupD. not supportedAnswer: AQUESTION 185Thisis the configuration on the voice
gateway:tel ephony-servicemax-ephones 30max-dn 60 preference Osrst mode auto-provision allsrst dn line-mode dualsrst dn template
3srst ephone description srst fallback auto-provision phonesrst ephone template 5Which ephone-dn would be expected upon
activation of SRST?A. ephone-dn 1 dual-linenumber 7001description 7001name 7001ephone-dn-template 5This DN islearned
from srst fallback ephonesB.  ephone-dn 1 dual-linenumber 7001description 7001name 7001ephone-dn-template 3ThisDN is
learned from srst fallback ephonesC.  ephone-dn 1number 7001description 7001name 7001ephone-dn-template 5This DN is
learned from srst fallback ephonesD.  ephone-dn 1number 7001description 7001name 7001ephone-dn-template 3ThisDN is
learned from srst fallback ephonesAnswer: AQUESTION 186Which ability does the Survivable Remote Site Telephony feature
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provide?A. ameansto allow the local site to continue to send and receive callsin the event of aWAN failureB. ameansto route
calls on-net through other sites during high utilization periodsC. amethod that allows for backup callsin the event that your
gateway failsD. the ability to force acall out of acertain trunk when the Cisco Unified Communications Manager is being
upgradedAnswer: AI'RECOMMEND!!!1.]2017 New 300-075 Exam Dumps (PDF & VCE) 391Q& As Download:
https://www.braindump2go.com/300-075.html|2.]2017 New 300-075 Study Guide Video: Y ouTube Video:

Y ouTube.com/watch?v=EAyYSY c-apd8
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